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FFT Software/Hardware
1. “FFT tools” Software Package. Adds FFT capability to Lotus 1-2-3 & enhances FFT

capability of Microsoft Excel. 1024- point FFT under a second on a 486DX/33 PC.

Up to 8192-point FFT with choice of windows, Blackman, Hamming, Hanning, Parzen, tapered retangular & triangular taper. DH Systems Inc., 1940 Cotner Ave., 

Los Angeles, CA 90025. Phone: 800-747-4755, Fax: 310-478-4770.

2. ADSP-21060 Benchmarks (@ 40MHz)

1024-point complex FFT (Radix 4 with digit reverse) 0.46ms (18221 cycles). 

Analog Devices, Inc., 1 Technology Way, P.O. Box 9106, Norwood, MA 02062,

Phone: 617-461-3771, Fax: 617-461-4447.

3. ZR34161 16 bit VSP. High performance programmable 16-bit DSP. 1-D and 2-D

FFTs, several DSP operations, 1024 point radix-2 complex FFT in 2178 
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sec. ZP34325 32 bit VSP. 1-D and 2-D FFTs, several DSP operations ZR38000 and ZR38001 can execute 1024 point radix-2 complex FFT in 0.88msec. Zoran

Corporation, 1705 Wyatt Drive, Santa Clara, CA 95054. Phone: 408-986-1314, Fax:

408-986-1240.

4. FT 200 series Multiprocessors 1 K complex FFT < 550 
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sec, 1K x 1K Real to complex FFT 782 msec.

Alacron, 71 Spitbrook Road, Suite 204, Nashua, NH 03060

Phone: 603-891-2750, Fax: 603-891-2745.

5. E. Bidet, C. Joanblanq and P. Senn, (CNET, Grenoble, France), “A fast single chip

implementation of 8192 complex points FFT,” CICC94, pp.        , San Diego, CA, 

May 1994.

6. “Image processing toolbox” (2-D transforms)  MATLAB, Mathworks, 24 Prime

Park Way, Natick, MA 01760, E-mail : info@mathworks.com, FAX: 508-653-6284. Signal processing toolbox (FFT, DCT, Hilbert, Filter design) (www.mathworks.com) 

(FTP server ftp.mathworks.com) 

7. IMSA 100: programmable DSP. Implement FFT, convolution, correlation etc.

SGS-Thomson Microelectronics, 1000 East Bell Road, Phoenix, AZ 85022-2699.

      (www.st.com)

8.   Windows DLL version of the prime factor FFT sub-routine library, Alligator

      Technologies, 17150 Newhope Street # 114, P.O. Box 9706, Fountain Valley, CA

      92728-9706, Phone: 714-850-9984, FAX: 714-850-9987.

9.   CRP1M40 PC/ISA-bus float point DSP board can process DFT, FFTs, DCTs, FCTs,

adaptive filtering etc., 1K complex FFT in 82 
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sec at 40MHz. Can upgrade up to 1

Megapoint FFT. Catalina Research Inc., 985 Space Center Dr., Suite 105, Colorado
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